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FEF b LA AN EHTLRIERE F FRE AR
Far-Distant Speech Recognition System Using Combined Techniques of
Microphone Array and Model Adaptation

WiEn @icx
IR Al N i R =
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e

B & - AT R YRS BB T § 5L h L5 (Microphone Array)fiE 5 FERGE B

o BARGP PERIIRBATEF IR AT R R FFRALHE AR 07 o
2 ;ﬁ'afrtm&m bR T At EARE B AR fchIIamED 0 fIY H2
FlEEBER &R F o % Time Domain Cross Correlation (TDCC)i& & /% 35 113 ki
T e R FENEEBEVR PERFAER > £ R* Delay-and-Sum Beamformer *E 7120 55 e
TLRLTHE R LA 3 0 B A e 5B E B o A ST e T e Bt
AR R S FE(MLLR) P30 B B2 ko pie Bk TR T # % § 5 b ]2 @ F T

FEER Y o A PR kS TR A SRS Ly

L. %

RFAERBEY k0 AR AR fer g o SR TP ERETERE S LR
g 0 B ¥ 2 - enfgid V@ % gpit 8 & 5 b (Head-Mounted Microphone) » & 8 #4 /&

frd b 2T R PAT ) KEMRERIfrr 3 AR R Y RN SR KF £
% F A i Ftdefe i B UL HF Y $ 5 b (Hands-Free Microphone) & 2 573% 4 §43% & 56 @
- BApE £ B IWT Y HAL o

AAL o @Y BB LAY e RIS 0 TS EAFR A F L SR ¥

A

D

F O R EE 0 A NP e d SU R LA B AIT HE % ¥ Delay-and-Sum Beamformer 0 v

FOULRTER R fow S HE S MR BRI GEEATED o @ D P - RER 2
FTEIBR UV ERESRET > TR L A BRI o hAK P o AP RE

BOE ST S RGT B TR RS P TR0 I IR A S R 2 P e
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- RARERFELY R H - B R WG ER R 0 AR T 7 8y
WAk KA o FREY AR A T B A FF SRR RS drde 0 FIU o el e
MEd T Av iR MELC & 5T B E D RN e FIP A ¢ AR - BRIy
R LARGER BB~ 0 R TDCC #-F B & L h 2 e ards B dh o £ 4
* Delay-and-Sum Beamformer e 3% » {8 3| — % 2 Finkfd ¥ b sp B 1S E S MEL o L7 1 4o
5 B ¢F3E § FUEL fie (7R § T 4 03] (Hidden Markov Model, HMM) 5 3 3% 3 54 § {
HoenFEEoc ko AR R i 4P i R MU w b 72 35 (maximum  likelihood linear regression,
MLLR) (Leggetter and Woodland, 1995)#-f 4~3% § 2" 40 R e 558 B ¥ 2 03] S Hciah
B AT TR S R Sk B e T e o

Nt =gl Wy ﬁk"f#ﬁf}& #ﬁ““ SR S| b R RS ke A PR 0 A
PER SRR PR F R AMEREREDINH YA 5L KA o B RS
DAL AR E 2 RE BB R R LN 2 A0 B - LT E
Py h BEFEda S > AR AP FEREFE R KFE AR b Bl
(Yamada et al., 1996; Inoue et al., 1997) > 2 2 4% 2 | $ 5 b 2 Bzt E KB N3 B & 5
J P B 4t ¥ (Omologo & Svaizer, 1994, 1996; Giuliani et al., 1996) - % = #g 03 j2 §_¥-& 5L b
MR RE » SRS 7 A il THRAIF LB AT I ERNE T 2 A g
Bt ERAREF R S RY - 52 M@t i 3 2 (Three-Dimensional Viterbi
Search) (¥3% § 7¥a%(Yamada et al., 1996, 1998a, 1998b, 1999) o % = #f > ;2 &% * 73 3 # %
ek b BB R v 0 1R £ R § 4 (Multiband) sk - #5F 5 LA
S BB FaHEd > A2 BAES 1T Delay-and-Sum Beamformer #X {8 £ #-% @45 & 3 5L 1%

L& A4 D55 1t 5525 3 21 % (Mahmoudi, 1998) -

2. F AR EAE I A AR

b L AGES SRR A E R RACB - TR 0 T A S i S SRR A 28

N

4

&

\4

e
GFES S INA B ES LS FARESBEE B LR fETEmES > L1 F
HEEX S BN Y T RE RS SRS S E S W Wy SR B A

Delay-and-Sum Beamformer e 51|20 55 i d® Hped- 403 5 ML B e o Adh v ¢ A g )
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TDCC e 82 R E PR BTN F 5% ol v iFs 2 T i o ¥ A yemine > A
PR BT ER N B T X 3] fo— P4 B (One-Pass)i& & 2 - 1% & & 4p iz & (Maximum
Likelihood, ML) B % i& {7 18 3 3% 4 #48 o

Model Adapiation
Speech Input g MLIR
Using Initial HMM Adaptation Adapted HMM
Microphone Array Parameters Parameters
" ¥

O _ Delay — | Delay-and-Sum Enhanced Speech Result

- : Estimator : Beamformer Signal Recognition

Q—P -

Speech Enbancement Speech Recognition

Bl B LB AT yRR kL E R

FoMAEANAFEDAF > - BRGFAAE IR I AN ERGFERBBSF
(Maximum A Posteriori, MAP)# % ;% & ;2 (Gauvain and Lee, 1994)fcB. i 4p i & 2w W
(Maximum Likelihood Linear Regression, MLLR);# & ;% (Leggetter and Woodland, 1995) - MAP
fr MLLR #0702 g5 P o Shipl@ e b ok & e ¥ 4 A8 R K > 1 & ha B 5 MAP !
AR TSI RS R SR A SRR THERE R R £
#ih HMM 48k > MLLR RIS 1% St w jren= SR d 2 R 5 i3l ma g - v
5'\%*%@ fw Bl R Eﬁmg: CARA G R EE R EBDHMM Slice A ¢ AR Y

A RIS MLLR -

2.1 Delay-and-Sum Beamformer

BRF -z MBI EihEr > & - wipiaE b DFER L d0 £ - FF
ME(BR ST e )N PR diadEz e BIEL $LR ﬁv@?]:': Sxio1<i<M >
Pl i § 502 bz Tadans s %+ 2 ¢ r P ZED AL
FEBE R(R=dcosO, )™ ¥ {35 > 4Bl = #7o7

EEATER L Co R F ] B E R BER

z_zﬂzdcosé?s 0
C C
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AT =X T AT BRI B UR 2N 1B LR M (e

t+7

i
X, =X

1
t+(i-1)r

2)

@ & i Delay-and-Sum Beamformer mﬁ%l X, > 4o Bl = Ao o fj‘u{ﬂﬁj B &b Benprmy

BT AL AL BT (B

1

M

i
z ) ST

i=l

M-

Bl = ~ Delay-and-Sum Beamformer /i 4% B]

¥
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2.23% H X %_*i% & * (Speaker Localization Algorithm, SLA)
B A TROFEF AR P A BRI IE ﬂ]’}; 7% 5 0 B % KLU AR B4 Bl e fror 0 S

A KT R R P

FFT | - - - - - - FFT FFT
XM(k) |X® JX®

Calculation of spatial power spectum
for each frequency

leta
Calculation of spatial power spectm
+5(F)

Detection of speaker direction

!

&

&

Bz - ;gsﬁ F_1+ % B 2 (SLA)im 428

BAAPHM B S b AP AR PRI = L M R U G T
HF b BT AR AX (k)i = L M k=0 K1) B9 i $ Rk i B k T
TR R S L X

Fome o AP EARES e AR O=1.,1807 B FAEH

K-1
P(0)=) P (k,0) > 0=1,--180 (4)
k=0
v
dcosf |
P (k,0) = ZX (k)exp{j2af, (i-1) } (5)

fid o kT A o d A TS Lk P EE c R AR

FEANAAPEFE 2w R AR 0 FH 2w O RIS FH 2 E SO

3

Bt B M ek R 4 e T g
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0, =argmax P, (0) (6)
0

BHY 50 585 > v oaiiis R
Fh g s 1% 2.1 & ¢ 1 Delay-and-Sum Beamformer ¥ F 0} 4p 48 & 50 b B chpd Y 4

o HE - BRI PR EA TV ER e 5B s aE S B -

2.3 Time Domain Cross Correlation (TDCC)

PR LE R 2 0 TDCC BB 3 mrs b 1% 2 & 5 b 355 B anfp AL & R
PR e BAARZIBEERS I BEh frdiripilany +1 BFsih % L BRI
HREF UELA WA T AT L

i+l i+1 i+l

i i i
XL 2 XL+1 20 XL+N fr' XL+r ’ XL+1+r LA XL+N+r

Hoe ApEBd N B BB e BT AT e
B R MR AR RROFT R 2k o Rk it BOpER Rl x!
L+ N

fexil 2 FE G R apM T Y x)oxii B At o B - f T L2 5 Time
t=L

t+7

Domain Cross Correlation

i+ el
Xige ™ S 2

Har

XJL __J.'" -

B ~ TDCC & H
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ol e s AP E B N TDCC g B2 T E R - FAR A 51 MBF LR
%EJLi%ﬁﬁﬁfﬁfﬁjﬂﬁﬁ%%ﬁiﬁxi’Eﬂﬁwpqpﬁ%d T- 342 m s TDCC %% 4o~

M
C(m) = Z Xntrpes  Xntpe (7)

545
Ho NS EIER e 5 Ml P S SRR e e AP N - B AR AR LR
SR (6)F F AR sl e i L2 MR o F S PR B SAE SR Bl F AR
ARG LB b AP, 5

7, =argmax C(m,7) ®

T

M N
X .
C(m,7)= ZZX(m—1)-p+j 'sz—l)-erjJr(i—l)r )]

i=2 j=1

FREAPENGFO? KR ERF NI ARG ERRER T EEF O 230 f2
TDCC 7 4ed=k > 4350t R4 @RI AR AR s b PP P 2 7, %
T, :argmaXZC(m,zj (10)
r m

AP G PR RIS G A S B RS R RS ST R R PR S LR B

PP R 78 A% 2.1 & ¢ & Delay-and-Sum Beamformer 7 Jo 1 4r 35 36 8 035§ B o

24 B NRREYFRE R
MLLR - &4 L& % »03F 3 #07] $8c Bendopr v AR E Y8 - BEsE
o R S EAEL KRR EF A S - BREE A RS TEER R o

SEAPE R FASF B SRR A A RN E T A RS 5

—

—1/2(0,— 1) £ (0,11,
P(o, | u,,2,) = — —e (0, =1)' X" (0,= ) (11)
Qm)" 2|

FRBEEL > O, L RBIT s £ on G o

=
Brolinxm+)@EHELW v v RPFENTOESEEDED F DI

N#—

A9 opu dATHER R 3,

¥
Sy
|

iy =W, (12)
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He sgs:[a),yl,,uz, ,yn] ) m{é_i@ﬁ‘?‘ﬁﬁ?‘ﬁﬂ?{}*‘ T2 HABE(R**Mosr 17
F" 0) ° GTII—L”% ﬁff}i@w mr’g ﬂT’bﬁ—ﬁf}fﬁ—ler ’2"[’7‘]‘

1 1/2(0,~W.E VS (0,-W.E.)
P(0t|W53ﬂs9zS)= w2 1/2e Lo e (13)
27)" "2
Wb Ep i RZER > B EESELS
Wv = arg max P(Ot | Wv ,uS,ZS) (14)
W
FAAPECESEL N Sl
Wi Wi, 0 0
e I (1)
w,, .. . 0 W,
FAHE R B R LT IS S
/
s::bﬁJa~w“%Js”lza“bga ‘Vnmu] (16)
RE-B A 2w £ 7 11 d EM & 2 (Dempster et al.,1977)3& 3 7 ¥
R T -Irer 1
r -l r -1
Z Z 7SI’ (t)DSF CS)‘ DS)‘ Z Z}/S)‘ (t)DSI’ CS)‘ Ot (17)
r=1 t=1 r=1 t=1
RS Y T ST

[ A PER a5l

FisF > Fo, 54 Viterbi Decoding 14
B fkies PMIEEZ1ERE0e D, 2&G
® 0 0 # 0 . . 0
00w 0 .. .. 0 u 0 . 0
D, =|: : (13)
0 0 o O 0 u,, O
0 w O 0 u,

BEEE

.ml:v
B
PN
=~
in)
=
N

.
X
=

lﬁﬁﬂb%gi‘@ﬁ%4$gm4~m%i%@
#“g,}; v pEs :/,;3. 2 ;’.

& i AR -
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5 45 + SigC31-4 £.4 % | Signalogic 2 @ #4 A ey G- 4 B et + o ¢
e P B 2 % 7 (DSP processor) & 48 Y &k B o 7 (T #14 & e TM8320C31 0 ¥ I P 3 i&
4 BB THF BT M EF T ie S ISAM e 7 EWRATHY > ¥ 5 K%k D37 A
BESY 1 TR LR PEE > SETFEETIAY 4B SR RS > TN
FRRAPRTRERAFY ST AE A S T AN E 5k (Omni-directional Condenser
Microphone) > 315 5 ECMID > #7¥t i i % 5 20~10000Hz » & #7 & % -38+3dB » kst
(signal-to-noise ratio, SNR) = ** 60dB > 1 i ¢ R R 4+ DC 3V I DC 10V 2. fF - 1 iT§ B2
Ecnit* FRTAERBMRENT A BEFHER 2L ET F b B FNNE DR
Ao T RFF LR S AL PR F i E e+ SigC3l4 et 1 T B A

PR T EERTFN SR PERTEAH B A FRRY T

(| ==
P T v r
1

Bl= ~ $h LA R E R

32 ZHEE

A H e S Bch 12 FF MFCC 4r 12 1# delta MFCC 4r 1 F# delta log energy 4
1 F# delta delta log Energy + 26 F# o 2" SRGEALE - PSRBT @ % TR & 5 b P4
Wens> £4 1400 97 2@ ifficF - HP 2 5707 24070 kA o F D A LR RS
BPABA KA o F- B IR T RRLE A RAERIARY 3BRE AEEATR
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N

Fhan ts ek S frBcF Febmkd o TR E e Rl P S T3 o B - Bk § 4 BR S H
Flpt G 292 B Ldk e

RIBER I AT R % RIS LR LA APRET A F D @
o A u] 4 0 km/h~50 kmvh e 90 km/he & 0 km/h B9 T 2 4c ix ek 0 A 50 km/h § 90 kmv/h
B R sl T 8 st R 50 km/h {90 kmvh pFATET sk R HER 80 PRIE K BEAR
Tk w120 SAfeE Rk AL &5 60 B 0 RS RPN EERE LR Y oo
80 2 m fifrd s et £ TS R 0 F AR LI LMY o paE b AR EES 10 2
A FEHAE LR LA R SR RS TR BB IS A fBE 0 2 121
FAfe3 mtd s B FBRRG 30973 Feh? 2 T o FERITA R EF 450 95 e
BFF R SRR Y R R 2 G - TEEUT B 2 o 7 Bk % AP kT 45 355 (Digit Error Rate)

A

Speaker
Noise
120cm
8lcm
75 60°
c—CO @]

10cm
DR N A R SR

3.3 Delay-and-Sum Beamformer§ % % %

¥}3cE - B¢ b Micl, Mic2, Mic3, Micd)#T{c & e3E 3 A ELH B u|ahxy e F Uz
B T EiEdod - om0 PR E T AL G A Ak Su(Baseline) g BRS¢ o fpt AR * A7
AR PRAME AT EE (v 5§ A b LI R o

APArEFT s - BRI FAFR-LEEFRERAECREFRHRID DR E ki

BRSPS R v B30T 51507 F B30T k- £ R & 0 F Mg
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Delay-and-Sum Beamformer &2 {8 e7iF 5 5L A W3- B H y3in s % 0 FRLR S dodk - 497 o

7

BLER &SR APV IIFR AT P ECT B EFRLE PRI A 607

[
=
|

S
*ﬂ
-
)
h-3
5
g
B
) -—
&

PEREE RS EPEE R

% b /Digit Error Rate (%) /#% | 0 km/h 50 km/h 90 km/h
Mic 1 47.0 52.1 55.1
Mic 2 42.0 48.3 534
Mic 3 51.0 54.8 58.7
Mic 4 46.5 53.0 57.2
Mic T 3= 46.6 52.1 56.1

Fo— ~ AR BRI R

¥ / Digit Error Rate (%) / & & 30° 60° 90° 120° 150°
0 km/h 35.2 31.9 60.6 58.6 554
50 km/h 40.9 38.1 66.9 68.3 62.6
90 km/h 42.8 40.4 70.0 69.6 65.7
% = ~ 7 %4 /7 £ B T Delay-and-Sum Beamformer 335 %
% B ;% /Digit Error Rate (%),/#.;= | 0 km/h 50 km/h 90 km/h
Mic T35 46.7 52.1 56.1
T E_& &R 60° 319 38.1 40.4
SLA 43.8 48.6 52.1
TDCC H 37.5 43.6 47.0
TDCC A 31.7 38.4 40.9

# = ~ SLAfrTDCCH#inkg 5 b @)

A5

bR R ATE I RIREF AL B T L B2 o TDCC £7~7 & b B
ER R SR E AL e RiBle Tt A L A NEBEIEL FHREFIAZ AT o
#? IDCCFAfA Fanty 2 »TDCCHZ 7% - BHFH TR * HF i Eehg kit ¥
PR @ TDCCA R Z 75 - B o S1E¢ Y BRI EEmad o poh =5
A b A T R T e B 2 A R 607 P e EILAE SR 0 I R o

B Z ayRng ki AP g * Delay-and-Sum Beamformer 7 SLA v
TDCC #&§ it 49§ »<"8 Ma35-% » @ TDCC fr @ seeigd f 2 =i & 72 SLA 4p+t » TDCC { ic
FOE MPRLEEE 0 ¥ TDCC # * #73 chf 2k 2 et @ % - Bfiesck B > m o
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BT AeE R B 60" i S AR ke

3.4 P48 F HSLAF-TDCC e 55

Bl PR RER > NPHFRFELLIFRZIOGIRL B A RFIEHER

\:3:‘:[;] bl SN 1\5'1\:3:‘:"}(“7_' ’ -ﬂ?'J’# o 5n

b = (Sampling Rate) -7 =

(Sampling Rate) - d - cos 8,

kf PR e b o FE B R Cord

-

TSR H R

j {L_'?,‘%Ej\?ﬁ*g’*’fiﬁ?ﬁ + SLA‘fF'TDCCF%ﬁézﬁ—n ERR)-2

ERER R R i

C

LER o
CF

0B 5 E R TR 0 B PR % & SKHzo 2R 15 1 iR 17 PR

*7 (16KHZ)’f\T’z\ - (24KHZ)’"’T']‘ °
A g IR SLA e RS
24KHz P#45 385 7

b 37 RN G B D

B3 BT AR G e o

PR B P FRME S T AP

T ER T o M-

L I,Z_E’H’ %’\ k3 %ég’**i*}? _1 ’ ﬂb a;;}»f,_ Lm;‘,%’?_;){% R

1% TDCC p|7F] 5 H &

‘-F\:\.\.

» B2 TDCC 303 B pr Pt 2§ L & 5 sehio

o b mF’*,&E’d“’Kn\r‘] e F] b AL g 2t

d Delay-and-Sum Beamformer J-

& % hr & = (8KHz)~

P R BERE S d 8KHz #£ % 1 16KHz e
T o @B 3 16KHz frdk % 1 24KHz 49 pF
ﬁrmﬁ‘%&#ni%iéi £
%% d > TDCC 7 Z &

L
;—ErFFI

% & ;% /Digit Error Rate (%), #. 5% 0 km/h 50 km/h 90 km/h
SLAH 43.79 48.64 52.12
TDCC H 37.50 43.58 47.03

#w ~ P4 5 8KHz B SLA {r TDCC i %

% 5 72 /Digit Error Rate (%) /B i% 0 km/h 50 km/h 90 km/h
SLAH 34.94 39.97 42.00
TDCC H 36.90 42.69 47.09

%I ~ P-4 5 16KHz pF SLA {r TDCC i %

;% & % /Digit Error Rate (%), #. /% 0 km/h 50 km/h 90 km/h
SLAH 34.17 39.52 42.79
TDCC H 38.27 44.08 49.07

% 2 ~ BofR4F % 24KHz ¥ SLA §r TDCC 3530 &
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35 > FAHIABFE DT RS *
BT ORF B FENB B AN EH S LR LAY L g Ak
§ MLLR 3 £ 15 5 S i % 4od = 977 o g4 ¢ » SLA fo TDCC 4 ]4 + MLLR 3 5 2 %

—&\_"%\, N P:'l-i——/:[: o

% %.h /Digit Error Rate (%) /8% | Okm/h | S0km/h | 90 km/h
Mic 1 + MLLR 29.0 31.7 33.4
Mic 2 + MLLR 25.5 29.9 33.1
Mic 3 + MLLR 31.6 33.4 36.2
Mic 4 + MLLR 28.3 31.4 34.5
(Mic + MLLR) L #2 28.6 31.6 34.4
Mic T 5 46.6 52.1 56.1

Zo= s A hanisd MLLRS B 1 e s it %

% & 7% /Digit Error Rate (%), B ;% 0 km/h 50 km/h 90 km/h

(Mic + MLLR)Z 3= 28.6 31.6 34.4
SLA+MLLR 29.9 31.5 35.1
TDCC H + MLLR 25.2 28.8 31.4
TDCC A+ MLLR 21.1 24.9 28.2

# ~ ~ SLA4rTDCC5 d MLLR B {8 thygin e % - )

Fd AP HRBEFAPT UFR 0 AR FR ¥ MLLR 9554 WA 0 RS 0 3 3
BN BB RANT AT MR 5 (0 km/h 4 46.64%' 3 28.61% 0 50 km/h d 52.07%
% 3 31.60% > 90 km/h & 56.12%"% 3 34.42%) > B R F] 5 @& % B d S b STELE BB T STer
e TR Y B LR LR RE T T iR R A T RIL R AR B E o

AT Fe N S S APE TR » 3 B e SLA {r TDCC ™% Mysiass 385 F 77 5
B Eoawck o =47 BRIt TDCC dkiy 2R 3 SLA o B ehyenss 355 (21.10%) 5
Bon Okm/h T @ % 223 =kt B e TDCC ix 8 72 o

3.6 FEILPFF gl )
FRLPER ot B A BIREEA(R 13509 0 T- ae 7 6B P 2 k)
PR 2t 8 et B~ Delay-and-Sum Beamformer s1aJ2 ~ 3% 4 i F B f B foid § FRLandt

jﬁ@ﬁ&iéﬁ@’?%%%%%{%ﬁ°£$}&m@?§%&$&ﬁgg%ﬁmﬁ@
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£ T3 HFREEOR e d 5 Pentium 11 350 i Bfr 128MB e Rl B A 7 5% > 7% &
FeR] 5 Windows 98 LB F % 5% » AP F M L ER ¥ i o 2 £ 20 fuah
TDCCiF &2 e (7 B+ % B B2 SLA T 8 2 -

Baseline SLA TDCC H TDCC A
Without MLLR 0.28 0.58 0.41 0.56
With MLLR 0.50 0.79 0.63 0.77

%4 ~SLA# TDCC# 7 B2 Wik (# AV EH 54,/ #)

.

A= P AP - BRY FLh LI E S FRL AR - k341 Delay-and-Sum
Beamformer % "% MIE B wk§ #H30EF A OB Lo FEAPL B - BRI E LR LS
PP EEREBESFE 2 TDCC FH% It R PEFT AR f P % - LELEIF 4
BRenF oo PR Fec @ sk~ % SLAFEZE @ % < it £5 2 TDCC ix & /2 frit
* 2ME A TDCC HE F M2 HFER I Gd FHEFEAPT P TDCC 1 »cid
(B PERT™ T3 7F %M 5% yRds i85) o foid. uum’I'ﬁ T_F 5 2 SLA Aprt g o
TDCC % #hA_f 75 dds 355 "8 Mentg R F V(7@ R+ % B> SLA »

Ao v R L EI AN S FHAPT PR HH R &% MLLR %
AEFZTIHEATYERE I ok o Re pRE R EI{eE S HAB EaE T S 0 H
R MPRLE S (A PRILT BT F N 5% TRaiES) 6 A2 LR F ok o i
AR R T RO ARG R A e LR S i § R
Bifent B8 c ARAPRIBRAINFY FLh e &5 b dfoinid forpuy @

R T MR FERS LR LSRR Z R BT RS v Rk O R R o

5. %% = Fr

[1] A. P. Dempster and N. M. Laird, D. B. Rubin. “Maximum Likelihood from Incomplete Data
via the EM Algorithm”, J. Roy. Stat. Soc., 39(1) : 1-38, 1977.

[2] J.-L. Gauvain and C.-H. Lee, “Maximum a Posterior Estimation for Multivariate Gaussian

Mixture Observations of Markov Chains”, IEEE Trans. Speech, Audio Processing, Volume 2,

212



[3]

[4]

[3]

[6]

[7]

[8]

[9]

pages 291-298, April 1994.

D. Giuliani, M. Omologo and P. Svaizer, “Experiments of Speech Recognition In a Noisy and
Reverberant Environment Using a Microphone Array and HMM Adaptation”, In Proc. of
ICSLP °96, pages 1329-1332, October 1996.

M. Inoue, S. NAKAMURA, T. YAMADA and K. SHIKANO, “Microphone Array Design
Measures for Hands-Free Speech Recognition”, In Proc. of Eurospeech *97, Volume 1, pages
331-334, September 1997.

C. J. Leggetter and P. C. Woodland, “Maximun Likelihood Linear Regression for Speaker
Adaptation of Continuous Density Hidden Markov Models”, Computer Speech and Language,
Volume 9, pages 171-185, September 1995.

D. Mahmoudi, “Combined Wiener and Coherence Filtering in Wavelet Domain For
Microphone Array Speech Enhancement”, In Proc. of ICASSP °98, pages 385-388, May 1998.
M. Omologo and P. Svaizer, “Acoustic Event Localization Using a Crosspower-Spectrum
Phase Based Technique”, In Proc. of ICASSP 94, Volume 2, pages 273-276, 1994.

M. Omologo and P. Svaizer, “Acoustic Source Location in Noisy and Reverberant
Environment Using CSP Analysis”, In Proc. of ICASSP *96, pages 921-924, 1996.

T. YAMADA, S. Nakamura and K. Shikano, “Robust Speech Recognition with Speaker

Localization by a Microphone Array”, In Proc. of ICSLP *96, pages 1317-1320, October 1996.

[10] T. YAMADA, S. Nakamura and K. Shikano, “Hands-Free Speech Recognition Based on a 3-D

Viterbi Search Using a Microphone Array”, In Proc. of ICASSP ’98, pages 245-248, May
1998a.

[11] T. YAMADA, S. Nakamura and K. Shikano, “An Effect of Adaptive Beamforming on 3-D

Viterbi Search”, In Proc. of ICSLP °98, pages 381-384, December 1998b.

[12] T. YAMADA, S. Nakamura and K. Shikano, “Simultaneous Recognition of Multiple Sound

Sources Based on 3-D N-Best Search Using Microphone Array”. In Proc. of Eurospeech 99,
Volume 1, Page 69-72, September 1999.

213



